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PROFESSIONAL EXPERIENCES

Nagoya University, Japan Apr. 2024 - Now
Assistant Professor, Graduate School of Informatics.

Institute of Information Science, Academia Sinica, Taiwan Jul. 2017 - Mar. 2019,

Aug. 2020 - Mar. 2021

Research Assistant. Supervisor: Dr. Hsin-Min Wang, Dr. Yu Tsao

EDUCATION

Nagoya University Apr. 2021 - Mar. 2024
Ph.D. (Informatics), Graduate School of Informatics
Advisor: Prof. Tomoki Toda

Nagoya University Apr. 2019 - Mar. 2021
M.S., Graduate School of Informatics
Advisor: Prof. Tomoki Toda

National Taiwan University Sep. 2014 - Jun. 2018
B.S. in Computer Science & Information Science

ACADEMIC ACTIVITIES

Organizer/Committee Member

1.
2.

Organizing Committee, The Voice Conversion Challenge 2026

Special Session Co-Chair, The 15th International Symposium on Chinese Spoken Language Processing (ISC-
SLP) 2026

3. Organizing Committee, The Singing Voice Conversion Challenge 2025
4. Challenge session organizing committee, ”The AudioMOS Challenge 2025” at ASRU 2025
5. Special session organizing committee, ” The VoiceMOS Challenge 2024” at SLT 2024
6. Special session organizing committee, " The VoiceMOS Challenge 2023” at ASRU 2023
7. Special session organizing committee, ” The Singing Voice Conversion Challenge 2023” at ASRU 2023
8. Special session organizing committee, " The VoiceMOS Challenge” at Interspeech 2022
9. Organizing Committee, Voice Conversion Challenge 2020
Reviewer
1. IEEE Transactions on Audio, Speech and Language Processing (TASLP)

NS ot W

Speech Communication

IEEE Speech Processing Letters

The Annual AAAT Conference on Artificial Intelligence

INTERSPEECH

IEEE Automatic Speech Recognition and Understanding Workshop (ASRU)
IEEE Spoken Language Technology Workshop (SLT)

HONORS

- Outstanding Graduate Student Award, from Nagoya University, Japan, June 2023
- 16th Student Journal Paper Award, IEEE SPS Japan, Dec. 2022
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- Best Paper Award, The 13th Asia Pacific Signal and Information Processing Association Annual Summit and
Conference (APSIPA ASC), 2021

- Best Student Paper Award, The 11th International Symposium on Chinese Spoken Language Processing
(ISCSLP), 2018

FUNDINGS

- Grant-in-Aid for Early-Career Scientists (PI), Title: Research on a Novel Speech Synthesis Paradigm
Balancing Creativity Design and Privacy Protection, total: 3,100,000 yen, Japan Society for the Promotion of
Science, Apr, 2026 - Mar, 2029

- Grant-in-Aid for Scientific Research (A) (Co-I), Title: Speech Media Generation Balancing Reliability
and Controllability and its International Research Activities, PI: Prof. Tomoki Toda (Nagoya University, Japan),
total: 1,440,000 yen, Japan Society for the Promotion of Science, Apr, 2026 - Mar, 2030

- Grant-in-Aid for Scientific Research (B) (Co-I), Title: Universal, explainable and extensible automatic
evaluation of synthesized speech, PI: Dr. Erica Cooper (NICT, Japan), total: 1,440,000 yen, Japan Society for
the Promotion of Science, Apr, 2025 - Mar, 2029

- Audiobox Responsible Generation Grant, $50,000 USD Unrestricted Research Gift from Meta, received:
Nov. 2024

- Google Research Grant, Unrestricted Research Gift from Google, received: Sep. 2024

- Research Fellowship for Young Scientists (DC1), from Japan Society for the Promotion of Science (JSPS),
April 2021 - March 2024

- Scholarship for International Students, from JEES Docomo, April 2019 - March 2021
- INTERSPEECH 2019 Travel grant, from ISCA, Sep. 2019

INVITED/VISITING TALKS

- W.-C. Huang, ”Challenges in self-supervised speech representation-based voice conversion,” ASA-ASJ Joint Meet-
ing, 3aSC1, Honolulu, USA, Dec. 2025.

- W.-C. Huang, ” Advancing Speech Quality Assessment Through Scientific Challenges and Open-Source Activi-
ties”, Perspective talk, APSIPA ASC, Singapore, Oct. 2025

- W.-C. Huang, Erica Cooper, Jiatong Shi, ” Automatic Quality Assessment for Speech and Beyond”, Tutorial
session, INTERSPEECH, Rotterdam, The Netherlands, Aug. 2025

- W.-C. Huang, ”Automatic Quality Assessment for Speech and Beyond”, Conversational AI Reading Group,
MILA, online, May 2025

- W.-C. Huang, "Progress and Visions in Deep Learning based Voice Conversion”, IPSJ-SLP/SP (Japanese do-
mestic conference), Oct. 2024

- W.-C. Huang, ”"Fundamentals, Prospectives and Challenges in Deep-learning based Voice Conversion,” Research
Center for Information Technology Innovation (CITI), Academia Sinica, Taipei, Aug. 2024

- Erica Cooper, W.-C. Huang, "From human ears to deep neural networks: automatic evaluation of synthetic
speech and audio data,” Joint Workshop VoicePersonae and ASVspoof, Tokyo, Nov. 2023

- W.-C. Huang, Erica Cooper, "The VoiceMOS Challenge 2022”, IPSJ-SLP/SP (Japanese domestic conference),
Mar. 2022

COURSES

- Computer Science Experiments (a), School of Informatics, Nagoya University, 2025-2026
- Data Processing Tools, School of Informatics, Nagoya University, 2025-2026

- Probability and Statistics, School of Informatics, Nagoya University, 2024-2026

- Programming 2, School of Informatics, Nagoya University, 2024-2026
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MISCELLANEOUS

Open-source software development
- JATTS: A modern, research-oriented Japanese Text-to-speech Open-sourced Toolkit, https://github.com/
unilight/jatts, 2025
- SHEET: Speech Human Fvaluation Estimation Toolkit, https://github.com/unilight/sheet| 2024
- S8PRL-VC: A Voice Conversion Toolkit based on S3PRL, https://github.com/unilight/s3prl-vcl 2023

- seq2seq-ve: A Sequence-to-sequence Voice Conversion Toolkit. https://github.com/unilight/seq2seq-
vc, 2023

Skills

- Languages: Mandarin (native), English (fluent; TOEIC 960, TOEFL 108), Japanese (business; JLPT N1)
- Programming languages: Python, shell script, C++
- Deep learning frameworks: PyTorch, TensorFlow, JAX
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